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Real-Tine lmplepentation of the Active adaptive noise Controller in Duct

Seok-Yong Koh*, Kang-Wook Lee, Yang-Woong, Chan-Soo Jung
SoongSil University, Department of Electrical Engineering.

ABSTRACT

In this paper, the active noise control! system in duct is
analyzed with real time implementation, The primary noise
signal detected by microphone is wmodeled using
adaptive algorithm and the secondary signal which has the
same amplitude and 180 phase shift with the primary noise
signal is generated in the controller,

The signal processor DSPS56001 is used to jmplement the
real-time controller and the experimental results shows
that our system can reduce the noise level in duct to
20 ~ 40 [db).
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