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2.1.1 SIP Basic Concept
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<@l 2> SIP Handover Example
ojuf, Tk Agl B Apole] MAcAM F=on7 HAFHTHE ALA e
SIP header® Call ID2 F838}1L, subneto] HFA Y THE A} AL SIP
header?] Via fieldE sjA oz & = Atk &, 92 AV A2
2 subnet+g o] Este] INVITE #lAIA & 9@ BE H434,
o2 £A1% ©2 B = A€ INVITE W AR ¢ SIP Header® &
Agte] dA A PHL Q' A Call IDY 48 HAA 9 Call
IDE Wl g}, 2kek, Call ID7E AR 3} 42413 INVITE w A A
EANEE AAE 2odE INVITE dlAA 7L okua & AV} o]
FRLE Y= INVITE dARA Relnt, @2 A7} o] 53 94
7} o]ti Q1A & SIP 81t} 9 Via fieldE Bt wghdie},
%, AL SIP Messaged AlAID7) &4, 'Via' fieldoll 718
= o] A= host ol 7] &) FAHRH hostB =} T2 A, Mobile
node’} 0155 At B Aoltt oju] INVITE A=) SDP v
AAE 3 = 9gon A R MHE wdd 5 9t

2.1.3 0| HIEYT #HolM2| SIP Mobilitye] EMH
71& SIP= SDPE A48 AAARE A9 T 4 9129, Re—
INVITEZ} = 4 & S48 Soft HandoverE A4 & & ok,

iToom=E
SHAIRE, o] WlRtE o) B EJ AT o] F A4 & 7HA &= Mobile &

Fol HEE B uSH e EAH ] A
A AA FAHE, SIPE B3 A@sE g2 A8 ARe BT

A EAMNEAAYA FHol M A Ad 5HE NP3 A £

shehe golth weba), $54 vl shehiE 4R e d B9
7H SRR 23 A48 Folo} 83, ol A AW AR )

&Moo Algsle A9E JHA 2T
F oA EAEE g MEYIRE ¥ie S8 o
7t s, IES A §spdao A e 441 sl & WA #A
ol giol, dE 8T Aol AY o F71 HRE Hoj
| G 88 24T 5 drks Holoh
A BAEL, SIPE £3 SDPa o], FAIZ WEse
JEI S 9bdslA] £aly] Wi 23] Watstd ke o
&40z 44 & drke ol

N e

P&
A

o
> N

¢

1

o
7}

w0 (E

Jued
I ox



2.2 SIPE B3 213 BN HEMG AH

ol Ao A= SIPE o] &3 JE|ve] A4 iyl g ¥uy
#740 A48 o FAlHo] E = gle, FHoE FH3A ¥s)
EUESNI &4 U A5 $HS AA R

SIPE SDPE %3 HE v t)o] $4& 3t Uz 53 3§
AE 8 7152 A A ARG, o) Al &7 6 @Ado] B Bo)
o, @2e] @A) 714 FHe) opd YEjETo] §7 A A A
A2l 59 AETE 7M1 It @A, B =7 M= LDP(Link
Description Protocol)BHe M2 & 2384 T EF S AU}

2.2.1 Link Description Protocol

LDPE Z link7} 7FA1 ¥ link description® F&3}3 Ao|t}, o]
£ 54 transport protocol®t 33 AAH YA Fon, EPHQA
protocol®]| T}, LDP9] &7 & sessionol th%t link description A R&
A Adie] Aest=d) Aok Mobile @2 93 M5d BE
Wireless &7 thsl A3z o] F FaidelA €2 "Harl de
A EE LDPd ol A gz Aot o] & 93] LDPx lin
k9] access &%, link ID, 443 A1Zt, Bandwidth, Bandwidth Allocat
ion type, Error Rate, cost, MTU, delay, jitter, A% T2 EE £ 9]

ow3015950126ds D513%
Gth eratacisdniic informatine
183
a3t

K:

d% delg

o e

we gongestion windvw yize
aeaff GYY aunvuty ¥R
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2.3 Performance Evaluation
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