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Fig. 3 Speech recognition system using VQ
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2.3.3 HMM(Ridden Markov Model }
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Fig. 5 HMM diagram
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Fig- 7 TDNN neural network system

50 06 8 0 0 O0}0-+ Nt
o[ 6 3 o0 o]olo
olof[o o o}ofslw"NDh
o

olala & o8lafds men
olo 6 o o o}ol]o

0 6.6 0 0606 o]o

5 0 0 0 0 6 o o

Winnig neuron is M

222! 8. Kohonene] Y4k N AGF=
Fig. 8 General neural network system of Kohonen'’s

RESTRMAE B134 B2(1994)

2.3.4.1 DPNNOY| 2|3} 214

DPNN(Dynamic Programming Neura]l Network
& DNN)& 7]&9] Q14 %33 DPo) Neural
NetsZ 2}m)gt Q2 A4 Pdyock 4 A4S
g UM, &4& 5 mtetolete] time se-
quenceZ M7t H& ©), o3P SHLE A4 &
ol glolA F7hkR 9] dio) Qlojfkeh. 2F s
A)7tE ¢ distortiono]®|, o} vt spectral pat-
tern® Walolt} o2 a7 -& DPNNM & DP
£ Al A& distortionE A& A&t R, Ne-
ural Netse] $jglol] tldt &35 E o] &3k, spe-
ctral patterne] o) o3 A4 89 A& G
uhy o t}, ofz] & Neura) Netse] 7152 SHAEH )
Qo) A PHog 2 99} o] FHED,

Qutput
layer

Ilidden
layer

Input
layer

Teme Orderod Axis

8 9. DPNN Al =42} ¢
Fig. 9 Example of DPNN system,

. Ze S il A7 S8

= £

.10 =

197139l 4 19761d 7k x| SUR (speech understand-
ing research)olgle 2do|NATF T2 E7} 53
oy e 198437 & 5doA 10d 713
o8 &4 9 A Ao YF AR Z2AE
7y #9s 3 lg hEF SR A 293 34D
o olsliol AY ATE Ao 23t £ task Y
NN AL 4L TR AY3: A
EY E2 HAHE 249 A2BE ANdse A
& ER2 9ok dAEY HaEltext) Nl YR



4 A4 714 4g 2 2835 A

7ied WEde e 232 3ty wA)A) o) (mes-
sage understanding), #AA3¢<] &< (natural language
learning) 3 HolEpuo| 2T S {3 AL E F
ot E3 NAN G B3 drs L3P 224
Eo 4F& Asld nld 24 ¢ A9 ayge
ARz T FART e ATFUE] JUY
AHLE nHFHD ozl APy nYcs
32 ok &3 S A 2"e g HA
Wall Street Journalg $3t ol 35 RS
o] §-3led AN AL £l gled 27GA=A
5000812 45tz Aok, 19923 249 Yy
£ o] 85 ¢SS 82.9%, HAES A4 gL
89.3%°1ed 1992 1290w A=Y YAge
94.7%, BAFES AX & 95.5%= veht (F 29
10000} A A 2wdz {AL 208 VeI

E 2. DARP £404 Al 259 4% bl
Table 2. Comparison of performance with DARP speech

recognition system
*/J Hjole} Hlo|A FH AN na
. 9.4% |CMU
A 1000 B} 94 84 Ay oot B0
* 1901 29 29 Ll
95.5% | AT&T
U 94.2% | BBN
17)
A Qs g9 Ay we oo |SRI
% 1992 29 4% 89.6% |CMU
87.5% |MIT
ATIS 67.9% | SRI
AR AL 24 Ay 64.2% | BBN
S, AddoiNg g 60.0% |MIT
%1991 29 4% 48.3% | CMU

g &2

LEAM L S4U4 7] 2L 1982958 238 A
SA AFH Z2RE] YR “S47 o)
€ 58 AFE Y& Y ol A2 Axs AY
Ao A7 e g eEE A 9ok F2
oe] 2424 #AY Z2AEE ATR (Advanced
Telecommunications Research institute) 4Fs} 2}
TEHITLA 1986 HH TR Ae AFE
2 3}(avtomatic telephone interpretation) T2
AEZ 0)F, 5YY A FF AT v)% $AF
Q) A3 YRk 28 x 198735 ws, )8

91

2o A9 ¢ = “Advaced man-ma-
chine interface through spoken language™o|2}=
7 =2 A7} Qv

7t ZE2AEE 49 B 1¢e 84, 5393
Z, A4, 34, A, ool e84 2
Hobrla & 879 HArIEE Yol 9 1859
8 A7t A7 g Fstm Uk

3037 ®

HHEY371E0l +%3le dF & ESPRIT(Euro-
pean Strategic Program for Research and devel-
opment in Information Technology)ehe BB 24
o APV RYI7IEY TFHF TP Yk, o
Zg3yL ESPRIT 1(1984~1989), ESPRIT II
{1988~1993), ESPRIT II1(1992~1997)9] A~e#)
2 upeold IAYEHER S4QNA I 97 9
@Alntch 8 337 A Qo)

N R 27559 Alvey programuijol]
M F7b AT A AL s £4349
4 BFATE Y89 @& ITH{Informat-
ion Technology Initiative)Z2 A E 7} A zts]o] 2
AU R doletule] 2 P& oig ARt VPS)
2 Qo) TaF2o A= CNRS(national research ag-
ency) 8} 435l £Yske “Human-machine com-
munication”o|gls ZR2AECA SAHEN, 2o
Aelo) B ATE FPn Y SLoAE
SPICOS(Siemens-Philips-IPO Continuous Speech
recognition)2e HY Z2AEN Q421414
7l B3 AT-E sYPsuen 219919 198
E] ASL(Architecture for Speech and Language
research}et® Eelge N2 T2AES 43 7
goz A 4 2 dAE ygoeho] A 74
R & SN Qa2 E sige] AL ER Y
t}h o] TRAE] AFAF}E ANTLZ S A
FT¥59S 4498 VERBMOBILe| g ok 3 =
EAEq Ag¥E Zolt), VERBMOBILL 1991d%
B A1ZE o] 207 A48 Uy =24 E0), o
€ A7 1ot digelA H2 A2E 4 ¢4
Alad g AA A8 53 R 4 Y AAad
4 ol ez it



92

23 32 ed SAUH 2"

Table 3. Recent developed speech recognition system
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Table 5. The domestic and foreign tendency of speech recognition research
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Table 6. The foreign tendency of speech recognition research
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Y2 SZPAHE) A3t YHEE 7 AT A
ek Eob. a8z A9 AAR AYE ¥ ¢
2 F M2l g QT Sol TFES 28k /30
A3 A7 34 0] 5o Topic $1F9 Al A
of & e g Aoz Bk A 1000 @olg
QA & Ae A2y M=o Joy s o
ol AT F Ve ANLHL oby 2rHY A7
Ao HE8R 9o 2 P FAUNY el HY
d72 15 HY 432 F 2 AR Dol Alelg
WMy Pge e dneFd W ATr= ¢35
o]d Rog Ryl niAgos FE #7o)AM e Q4
L 13 A3yl Wysied [PY Aot ol &
4R 71ae vee s ASYE §8 SR 3



24 44 Ve A L A& AY

B Alxddo] A88€ Holo AFlA 494
714§ o) 8% IP(intelligent peripheral) A124 7h
gof gold Holtk, Ao £FY Hdrojx UE
EARHE AF S ALY gl v & F
7hg ol AFEY A2 RE D 22 A7)
HQ A A Mg FF ALY Y& RAolr)
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AAZo e F7h7t FESH] 4 A Foldl
R Q7E W3 stn ok, vFS A AS5
24949 FY31 gJon Hode 2 UEF &
A A28 ARE ANFRASR Ak $T 7l
ol 4% ALANE L K 34 choldF Mul& %

FRg HAde AFs MH> 5 NEstd 3
AEFo) glo) RS AR FUAFLE FA
o2 AEEY A3} A2 Jgel FY3ta glon
HA e 443 A" Age TP Utk
FEE Y AV Z2AEE FH22 G973 A4 Q
Ao] 7} 443U A9 Aol 2F& T2 A
ol olg@A AATe) 4 RujEgs gozg 43U
A 7% Bole 24 9134 N2y Ad & A48
7t 7Hs @ Topic 959 AA Al2gAge] &3
ARslo] YGPgo) B J¥& £ Aoz v @
£3] $A ANZ Aele) FHG oy dojHel g &
HE 3 nA$ A 42 AH ANL2go] FF
£ ol Reg A VA A4 @Al U=
A 2eo) e 212t £4 4 (speaker independence),
AHEA A4, R do] A4 Al2age £, 7
A 29 (unconstrained grammar) 5 B2 A
& M3 e ARy o] AGdE F5Y A =9
o} e ANA ARFEA, doal, MatF et
o Jeigal S 3F @t g5 BN FEn B
o} F el 404 Viegoks 718 B ol
QY2 a7} T e Ffol vlEt B W) 25
Aol Ag AP A 7t NUVLREES BTy
B2 #YH FAE HYsiA o] AT Bokel &
ATE AHFH o2 A ol F AL E 0,
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