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Abstract These day, market demanded to a Video conference systems rapidly increases in our life for cut
cost in communication. more and more it will be grow up. but the cost building to a Voice conference and a
Video conference is very hight. therefore it is builded around the big company and the public office. so in this
study, we have developed to hybrid IP-PBX which is able to a Voice conference and a Video conference with
one system. the system developed has the merits to low-price for it's building in a small company. we make
proof the performance through the test. with using the hybrid IP-PBX, we can sharply reduce to communication
cost.
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