=
A SEToF A=, FoF A2 AF o
L1 ‘?*i_%‘r(musw transcription), 217] 914, 2.7
(vocal) W& &, W& 7N &oF A%, &
] ‘O

A= (genre) 5, &9 74 <

FH 5ol Qirk olg} & 7w HopA 2re
Agel ¥3tgo] 9l U9 EA (feature) 3
g Al Aol AAlo| 3 thE Al =
A sebel g 93 (pitch), @5 (chythm), &

¥ (tempo), A7t (temporal) 7+t 54 (timbre)

o] gtk o]sh B S4o] &) F55 o
SN 2T RISl So9) gL
olshstn #4124 A ek

B gl b HEAQ ore B4
eilElel 9% A2ehs /14 24 k. o
A 422 Bl Sete] S Auel Azl
O o

= s

AaukAel LYl Alde BAE Teto] o
st 7)o H‘“)’o}* 29 (sound source)©|
Fakd A &2 (polyphonic music) A& olth
%, AR OE daE Sdshe oy gt &
gt Agolr, ol shtel S Ao o
(single note) WROWE /A= A
(monophonic music) A%.9 FHAL o &
oF AlFoffa= 7t Al7E Adddof o]y A 2] AE
e Fol FAlol e bR E 7h Sl sigshes
MR B A= Aol gilolrt o)g} go
g Sot AlgellA e A «47‘ HEsh=
71$& v 9A] (multi-pitch) 2F 71&old

—_

(harmonic product Spectrum) =24 7] i} HOP
‘ﬂ E-O] O]]:}_ 1811/}_ O] 7])\1.—: o I:}—/H %‘3}'/1\_]
Fof 2ulE Hgstd dil= o YAE A%

& 4 Sl U}LW 'CW Fobe] o BAE 1
= A

gate] o 7ol I & FAlol HEsh=
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2t A58 s 9A AE 7S Auditory
Scene Analysis B9, Auditory Z& 249, Al
el St R =1 T A2 ) o IR 4 o s
WA ow FFste] Arsith

1. Auditory Scene Analysis(ASA) Z®

QI7ke] JAE thy gobe YT o, NIE
7 g0 Feistel 2t e Qs of
A+ Y= $EE 7R ol e H2te
AR 8-S ASAZ gt} Y oy 8ok A%
g FHoR FAS 7 Sddz R
T olod, 7|&Y v IA] AE Ve 4 o
A Agof Agat 72+ g ek vhE 9
A& A2 F Utk o)s} 2 v wet
ASA BHEE 7IRIC® TE 9R])E HESh= 7|
<o| AFHTL

ASAY] T2 2 d|AYEL Bregman® o] o5}

o AAESIA, 1 o]l CASA (computational
auditory scene analysis) E #g34 Hch
CASAE ¥wrzoz 2utA |9 Xgspgor +
dEct 3 HA Al ot Al AR Y F

3 ek Ao, T WA A
olgA B HEE F U S¢oE %

9= AEES A7l ol

Kashinoy¥> Bregman ©¢]&¢] 2} MSA
(music scene analysis) 71&< 7asioit?,
=< Azl Alztel wEl ek FHe)
(sinusoidal) AE& A8k, A2 =9 Al
ZA 7} 312y (harmonic) T3 = 7R
A3t Ed (track) & AG3} 3t 22E 79
ok T8 24 (timbre) & EEE 3] 917]¢]
g A 5191, 315 (chord) & 23171
3to] Bayesian &2 €3 Markov A
AL o] g3t S HAHI FAAL
2, <I¥ Dol Bxo] 57k W& &8st

o 7 F2 A% e AE ¢ 5 ok
Sterian< Kalman ZEE A3l

TAEE FE5ly, #2494

th3to] Likelihood Functiong 2-&-sto] 3}

ahoiet,

Recognitionrate [%]
¥

§7.5.88.2_883 885

30

BTN EEEY
I - e %8 -4°2
g?:-—-~--—-0803
PT : Phase tracking

TF : Template filtering

IT : Musical interval transitions
TS : Timbre similarity

RC : Musical role consistency

(% 1) KashinoZ} MIQaH gitHol M

(from™ Fig.12)
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Polyphonic signal

Feature detectors

Strands
Feature detectors
Featured strands Hypothesis
Primitive hypotheses ormation expe
(notes) Hypothesis
- evaluati Xpe
- Evaluated Primitive Yaluz joncxp
HYDOtheSlS hypotheses Emergent
consistency experts property detector:
Emergent properties N
Hypothesis
Emergent hypotheses ormation expert.
(melody lines) Hypothesis
Evaluated emergent eyaluation expe
Prediction experts hypotheses Musical
Meter Motif knowledge expe
predictions predictions

|

Godsmark™ Brown< CASA Rddy} sof
A 1t2E& st 2ot EA - o3}
AR Beagdnt®. <3 2o Bl
7] Aol A A

oR
L= |
A8 oM 7L 3

) i 1l
Ttk S o8 Mg o) HX| e 24 £ V]
HEo g A5 E Basly Qv 218 4 4 Yot
2. Auditory EE| D
QI7ke) A7t "Hejg ndysly o 9AE
AFEshe 71=o] @ol A =3}k Meddis 9}

el
Bdg Hrh AS40% 488
-8t “Unitary” 3% 2d-&
o] Akt e <a¥ 3>
do] T4 Q17ke] H7 e E 59 )
dEat HE = (filterbank) & ©]-&3ko]
AT 5 oz Faety, 2 g 259

=3
-1
F2td (envelope) & F714& 4 sh= 74

L O
4 B
g
%
10 1
o
O

2
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ofr
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32
2
2
2

oX
it
v
-
i—"f
2
ro
&
oX
rlo
&
i
i
o,
o,

* 40~120749] ] T2 FEE o3} <
g A2E foow v

o 7}t 2152 R} %57 (half-wave rec—
tification) 9 A% &3 FE|H et e d
Fd et

» ACF (autocorrelation function) & %-83}
o 7} thofe) F71d 74

o ZF t|d¢] ACF %kS 3kslod SACF (summary

)

PR ,,ﬁé% Periodicity detection (ACF) __ |———

Q

L —

2

B2 B

T o

N

Polyphonic| E * 2 . .
signal wl |8 &) SACF

§le|s . A

Sle| s .

e g . ¢

Ig‘ § 1 ¢

~ T

EL F—

(712! 3) Meddis®} O'Mard7} HMQtet e
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autocorrelation function) #2 Aelsla,
o Fo X 7P & e IA| go=E A3

AellA Bz vigl ol Unitary )z 24 w5
AL FASPAAM T e A5E AFsk] o]
S B AGAEe] v 9 Azl 24519
t}. Cheveigné®} Kawaharas Unitary x| &
g S o X HE gYow Q‘ZH -85t

R, FE A gk S A

Tolonen®} Karjalainen< Unitary 3% 22
W2 o] AARA AN WS AL, 7]E9
40~1207) A iAol <T¥ 4>8} o] 27)
kS AR 3 A5 FeEo
= F5(noise) ofl ZIeHAl T&8k] gt A
AE FgoezAM Y AJFE 9 LPC (linear
predictive coding) BEE 3o T S

Polyphonic signal

’ Pre-whitening 1
High-pass Low-pass
at 1kHz at 1kHz

Half wave rect.
low-pass filter
i ¥
Pericdicity Periodicity
detection detection
SACF
enhancer
Enhanced SACF

(32| 4) Tolonen®} Karjalainen0| MOt} iH!®)

N F, = )R

T off

30 Moo

Heksh nhEgich 2 tjedo] S BAL g
Ao) ACFE A}L3A T HHEAQ] )X A
o] A7 glo] e WX ARE 223 57
o},

Martin <713 5>9} 7o) 3z} 2el ukas}

¢

—_

Sold FAE BRAOR AT B2 A

daAT. 3% mag AAIZ AHgeL
2ol alN Azl gt us) Aol
A}, e Ajolo] Al 718 Forh 0
& A%l WA 71 A7) E2 BRE AR
ajo] o] 712 Fapro] Auel wet ohn g &
el B olu ot FHE Hgato] 7]
Zgsg AEE)

S0l QB sl 488 97 By
ge awAon Ags: WeeF dolEE
o MAEgIc et olejd WS o

b

filo

A Lol NFo Fgeh=d A A= R
£ Q1A% Klapuris <18 6>3 Zo] A7 o
Ao A2 ACFE AMEsIA] ok Fap= G

Fug Allehs Mz

F o] Auditory 2E FHE Aot
(101 A A|eket S Auditory FH 2

Bk A V) Fe A PAE AR

Tzolt}) Auditory ZE+ YRHAQ] Gammatone

Scheduler

Blackboard
Chords

Intervals

le|Knowledge
Notes source

Partials

Tracks

(32! 5) Martin0| RIQt5H et
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X
S Compress,
2 Rectify, |DFT ”
Polyphonic| & Low-pass ° .
signal E‘ ® . . ()
2 L] [} [
b=
=1
o]

Cancel detected
Sound and iterate

Period la
detection \J

(22! 6) Kiapuri7} Ftst wedl!

HHE ARSI, ERB (equivalent rec—
tangular bandwidth) o W} tfed S Yiet} o]
W& [6] oA A9k Unitary 9% 23} v
watd e F3 Fefd, vkt AR, 18ln A
o % 28 P E wdsh, 148
T817] A8k ACFS ARS8 4 DFTE 5
3o} Fa JooA FI)1HS sk 2 A
o] & 7t} o] 71E2] ACF WHlo] 25
oFslal T Sobell AR 27] wolt), &,
ACFE A &3 718 94 w2 GOOHZO]@
o 712 Fakr AE0] o HAG, Ful F o
M= 40Hz ~ 2.1kHz2) 718 Fal4-8 g
T 7 =, ol we} ACFE o] &3t 2ol
)3} 12?-‘44 45 e & gl

[1018] WL 7}t gofd ~AHERS o] §3)
I [14] 8 BY3 e A8 72
2 F&3% o] v, Inharmonic?! B$E 17
sto] 9 Huigks et 2ol wel 715X
s 23%it ols} e H o R JE Fu
E 78 & W0 Lo 7|E Furs
AASE WAoE o 78 F5E £33
o7 F3it

<I% 7>& HWR (half-wave rectification)
o &gt AFEY W3l o5

.

WY ETS EHE TR

BojgEt 7|E F

Al

0 1000 2000 3000 4000 5000 6000

388

Magnitude

20}
b i .1“1‘ aba

0 1000 2000 3000 4000 5000 6000
Frequency (Hz)

(a8 7) HWR MEof ofgt AMEZ H

(upper: & AHIER jower: HWR &
AHEZ]) (from[w], Fig 4)

o

-IOI|

7} 185 Hz Q) AZE 4 Tl 2.7kHzS)
AFE HAFH, o]
& 53t HWRE A &3to] sty <] 4] &
gatA vebgE 21 &+

<I¥ 8> Inharmonic 234 Auditory
B4 Qg7 Fake goolxe 92 HEY

FAE FAR o7 Koz}, WAl 283} 185 H
o 9 A5 S AT F Auditory e ZHS
2235t A5 EH—; H AHEYS HojFErh A
e ellr= 3 ARl AkAIRE Lol =

N
T 4082 4 -
D 2703 A =
g }972 Y AL
g -
=4 13%9 .
18] iy, oy
& 699 gy
467 . —
s 293 AN, .
o o 100 200 500 1000 2000 5000
o
2
g |
%Owwu -
s 100 200 500 1000 2000 5000

Frequency (Hz)

1y 8) #M ZSa T MSE et
HWRS x“ﬂ(upper: CHdoll e AMEH
Z} CHeE St AWER)

'(from[w], Fig 6)
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FEE 185Hz9) B 237} 98-S g &
At ©]& F3814] Inharmonic?! AF3olA]
= FIFE RIS F28 F gleH, ACF

thilel 3

Auditory HEjol| & AFg-3H= Gammatone
A 2] #4(side lobe) EAJo] 5 A &<t
Sl 24| ekrky whdste] [10] M= #

ol ‘Ul 7Phe: ol SHE /e AlEE
EIE AR &, ¢ A5 B4 wet

A FurAA doldE Rt AstA o
olu= S ARSIt <1 [10] ¢llA
AH&8H= Gammatone FES} Fu1= S22 |
oFr}, AL Y49l Gammatone BE o)1
A& (101 ARgshe A2e HEj9) 2ok
olct.

- <T¥ 10>2 [10] 3 o "o Ajte WrHES)
Oz 9x] F2 e vjwdt ol ax [10]
o] 45& el be} o= 42 8] [1119)
e Yepdth 9% Jgx= 29 oy}
46ms, L5 I 4o]7t 93mse) 73—?—3
vebl 1, o“r‘°ﬂ}‘1 U'T [10]¢] Ad5°] [8

3 [11]] vlgt] 98 A& HAAFE) 712 5‘1‘
9] Polyphony& tHd Soto]l x8t5o] Q= &
49 75 YehH, 299 &7} TErE A

5ol AstHE 2E& & 71 vk

¥ ol

|
g ~20} g 20
& @
2 a0 / ' 2 -40 /
&5 | > 5
3 -60p \‘\«E b -60‘;/

s |
- s e o e s | .J —— - \
g 10 20 300 05" 500 1000 1500 2000

Frequency (Hz) Frequency (Hz)

(a2 9 Gammatone TE{ (100Hz, 1kHz)
(from[m], Fig 3)

=B L8583

Error rate (%)

<>

Polyphony

Polyphony
(32 10) CkE DX| 282 &5

(left : 46ms frame nght 93ms frame)
(from™ , Fig 7)

. 25 srlE3t stof Likelihood
Functiono] A3t o5 23 WHIIT o]
o, stepo|els HA g &4 BEE 7N
F AR Fo ARk, Qv] = BA Y ke
F&317] Y8ted MCMC (Markov chain Monte
Carlo) & 43 &7k Algk glo] A&si5inh
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HAL g EXF 97 Y5t B dakEol
gzt Al ot
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one Model (m=2)
plx | F2UOF )

44444

one Model (m=1)
p(x | F.1Lp"%E 13),

" “’(zm)

c {cent
cogry

x [cent}

g 1) Goto7} Hokst E s
(from™ , Fig. 3)
MAP (maximum a posteriori) o] EM
(expectation maximization) <& 283514
A e A S A B3 v dF
ek A AEA S

”‘IOE_'

(multiple tracking) &
FHsH A,

4, 1 2jo| W

X

Klapuriz T3¢
T2 A, 718 Fue9 Aol
Y37} vehhs A-E ol 83ta, a3
A% 928 Tt AASHE S <aE 12>

Sk o] Agkatgict . Agkat
Z o]0 1L LE Ak Ful g oofx
Folzitt.
- WA, AXE AR 9 4159 ZA A
= AA st1, Fae GoelM 7hg 7t 1)
= AEdt) 7|89 9K FE2 At EE

S GGl ol A9 gYeE ke &

FGelA o) dAA st

Polyphonic l_Gstimate number of concurrent

signal sounds and iterate
i Predominant! Remove
Nolse_ FO L ectr detected
SUPPressio i i sound form

estimati
ation the mixture

Store FO

(3] 12) KlapuriZ} Mot5H v

Jl~’F ooz o] 7
HFE I 50Hz ~ 6kHz S 21 SFol
w2l 1870] tiH e g vrm, 2 tfeS 2/3-
octaveE X3t Qlrt tiY FHE A2 2
¥ FIF SEE THAE AT E ARSI
o, U7} 7P & gE e Fale RS
o] g3l 715 k& A4, 7 o=
I 93 X E Fol 7|8E FIEE A o]
ggt Wyor 79 X AR 7 $
Smoothing ¥4 AXA ¥}, Smoothing 3}
AL F2E IX LS AslelTe 8o,
ARkA 0 & 733t wx] A FET FHlE
o Az oA wiFE WS Ao st
=, 718 Far8) TFEAE AR HEA A8
8o} oAl g oA ““H-r7ﬂ Hok npgo 2 b
BAog 718 FIFE AAS: AP £8
Al7)E 2o B, T 5ot 49 A

=

FE S4%] S4E U s F
ZsHA gt

[11]9] "R g &ote) 5478 sk +
Z7h B 2 o Sl Ae 1esi] A
3, 71o] chsted 7]l 9kl Smoothing 3
< 37k319 Inharmonic ¥AE= S53t 3
At

Harmonic AmplitudesE 7|¥Fo.2 3w, ujj-$-
S5 A5 THRE B Y 9A] AE
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71eolt}, WA, et A5 S (timbre) X
£ AAsE] A3 Fokr Heks Ay E 283t
o} oS, FIke HEkste] AFERS 8,
21 (1) w2} Salience s(r) 2 T3kl

s(r) = ng(ﬂm) | Y(f )| 0]

o714, Y( )= Hestd A5 AHEY
fom < 718 T35 FEA(candidate) & m
HA stRY AR Fae e dEhda,
grnm)E mAA SEY it A8 7
Aok, vkl f ol A5 sk il g
ohd e Sxlell AAEY FAgks 7, 1
o Wt s(r) < Wi+ AAA Dot wbA Hoy
s(r) & 7= FaE dEstol 712 T3
TE TN U, A T AR € &
HAEA AAsL] Jo AFEYS 35l
A9 AL WEst] e oR V|E FIp
& A43tt

& BT T gEhsh S
7 grgko] 1V 2 #E V1R Fuke $RA
FEsta, o] FA A AAd TtEAE A S
o Haom wFolA] 7]E
< 711t} o] wf, 7EA]
ke whiel whet Aol B2 Zpol7) e}
3, 7 S JREAE dE seuEr e
VX HAdgtE 7ok ¢nEEel Aolg
74},
Vincent, Bertin®t Badeau= NMF (non—
negative matrix factorization) ¥H-< 283}
of ~FEHAN NMF 298 AMgshe WS

B2 m -{’)14 o i A
>
il
-
ol
F{F
ofl
k)

okatAtH® . NMFE 912 2182 Tuning &
dof| we} 3t2Y Aot} Inharmonic ATHEE
w8 3t} 3709 Tuning B2} 2719 Wi

(overtone) Fd& Al F 671 NMF &
28 e "ok JHE A= ERBE §H9
3 NMF9 EAo| we} st%4 3} Inharmonic
D9y ® NMFe 24 sEue 2 433 os
HH-8-3kA Hlrt.

1 29]9] POPI(position pitch . estimation),
b2y Hekgl, HMM (hidden Markov model)
ks WHES AR T 9XE AE
e 710 AEEHSITH

)

o oln oft

O

.28 2

2 oAl o &40 EFE oM wof
Az B4& 2] A% A4 7IE=A, o
T AAE FEs TR VIsEe M.
ASA R, 37+ HE) 2, 4159 48 2dd
7oz ke B, el Fak FelelA 3t
Y EAE olgshs W SO R TREM, 7
Y st B2 7E2E At 2 =
oAl 27 HEL HHEAF A 82 &
ot AE, & W2 TR PIE BAA @2
Y B 958 oE HolA, Fokel &
Bt 571ds sl Ast dnt 18ER
o B ATE Bl w& E $o44 2Y
B, 244 714 2dE, g S e
AFE Fos g A7 5249 A5H £4
BHEE ol A AT T2 7PHE HEE T
% 92 AE Vel AWt e Al
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